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Professional Summary

Dr. Michael Scordilis was an Associate Professor of Electrical and Computer Engineering at the University
of Miami, Florida until his retirement in May 2021. He holds a Ph.D. in Electrical and Computer Engineering
from Clemson University (1990). He has also held academic positions at Universities in Australia and Greece
and visiting scientist positions at Bell Communications Research and Sun Microsystems Laboratories. He
has supervised several Master and Ph.D. projects in acoustics, digital speech and audio processing research.
He was associate editor of the Journal of the Franklin Institute, has served in the Audio Technical Group of
the MPEG Standards Committee, the International Coordinating Committee for Speech Databases and
Assessment and in the organization and technical committees of numerous conferences. He holds patents in
the area of audio watermarking. His expertise, research and consulting experience include acoustics, digital
signal processing, signal enhancement and noise suppression, speech and speaker, speech and audio coding
intelligent man-machine interfaces, multimedia signal processing, telecommunications, computer
networking and security, digital watermarking, and biometrics.

Education
Year College/University Degree
1990 Clemson University Ph.D. in Electrical and Computer Engineering
1986 Clemson University M.S. in Electrical Engineering
1983  Royal Melbourne Institute of Technology Bachelor of Engineering in Communications Engineering
Employment History
From: 1997 University of Miami,
To: 2021 Coral Gables, FL
Position: Associate Professor
Teach and conduct research in electrical and computer networks; real time digital signal
processing, acoustics, speech, audio and music processing, pattern recognition, machine
learning, speech recognition and synthesis, biometrics, digital watermarking, immersive
audio for telepresence applications; communication systems; engineering acoustics;
underwater communications; analog and digital system design.
From: 1990 The University of Melbourne,
To: 1996 Melbourne, Australia
Position: University Lecturer (Tenured)
1994 Sun Microsystems Laboratories, Chelmsford, MA
Position: Visiting Senior Scientist, Speech Recognition Group

Adapting speech recognizers to new acoustic environmental conditions
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1994 Bell Communications Research (Bellcore), Morristown, NJ
Position: Visiting Senior Scientist, Speech Analysis and Synthesis Group
Improving the ORATOR speech synthesis system

From: 1984 Department of Electrical and Computer Engineering
To: 1990 Clemson, SC
Position: Graduate Research Fellow and Teaching Assistant
Neural networks and speech processing research
From: 1982 LM Ericsson
To: 1984 Melbourne, Australia

Position: Technical Officer
Production and testing of the AXE and ASB900 digital telephone exchanges and centers
and computer communication modems

From: 1980 CompuServe
To: 1981 Newcastle, Australia
Position: Computer hardware developer (summer intern)
Patents
Patent Number Date Issued Title
US 7,079,633 B2~ 07/18/2006 Coding a masked data channel in a radio signal
US 6,996,521 02/07/2006 Auxiliary channel masking in an audio signal
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